Jovce

1-2-3 SPOjeno

Navod na nastaveni myPBX SOHO jako BRI - SIP gateway

Navod popisuje, jak nastavit jakoukoli Ustfednu z fady Yeastar myPBX jako BRI — SIP
gateway. V tomto rezimu Ustfedna pfeda prichozi hovor ze SIP trunku na ISDN port a
naopak.

V navodu je ukdzano zdkladni nastaveni, kdy k Ustfedné neni pfipojen zadny VolP klient. Je
samoziejmé mozné zkombinovat funkci gateway a Ustfedny.

Doporuceny firmware je x.19.0.43 a vyssi. Ddle je potfeba do Ustfedny vloZit
odpovidajici pocet BRI moduld.

V pfipadé, Ze naleznete v navodu chybu nebo budete potfebovat poradit
s nastavenim, kontaktujte technickou podporu Joyce.

Postup:

1) prihlaste se do Ustfedny s pouzitim defaultniho jména a hesla: admin/password
defaultni IP adresa je 192.168.5.150

2) v menu PBX/FXS VolIP Extensions vymazte defaultné vytvorené extension — maji
defaultni hesla
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3) Vytvorte jednu pomocnou extension s libovolnym ¢islem. Tato extension muze, ale
nemusi byt pouzita i pro pfipojeni SIP telefonu.

FXS/VoIP Extensions
FXS Extensions
Add VolP Extension X

General || Other Settings | —

VolP Extensions General
Add Extension Ad fype; LIP '7‘ Extension®- @O ‘ st (OMnesse )

Name®: |300 Caller ID@: [300 ‘ Register Name®: 300

Ve

Mail Setting
[ Enable Send Voicemail &
Email Address @ [ |

Note: Please ensure that the section 'SMTP Settings for Voicemail'(in the 'Voicemail Settings’)
have been properly configured before using this feature.

Group
IPickup Group®: [ — v | |

Call Duration Setting
Max Call Duration® - [ '\s |
VolIP Settings
NAT@®- [ Qualify: ¥ Enable SRTPE: L
Transport: | UDP v | DTMF Mode®: | RFC2833 v | Register Remotely@: )

&H Save | @Cancel |

4) v menu VolP Trunk vytvorte novy SIP trunk s pouzitim udaji od Vaseho
VolP poskytovatele

£ Extensions VoIP Trunk

FXS/NolP Extensions VolP Trunk

Phone Provisioning Add VoIP Trunk x Add Service Provider X

TA Provisioning Type: [SIP v | -
Trunk Name: [testtrunk | 15

st (575757 ] =

Physical Trunk Service Provider Maximum Channels@®: :0—
M I« Add Service Provider Transport: | UDP v |
Qualify: ¥ ]
£ Outbound Call Control DTMF Mode: [e2833 7]
= ffine
Outbound Routes DOD Settings — . ]
Global DOD: | |

Speed Dial Settings

£2 Inbound Call Control

;I

Ring Groups
Queues I
DOD: | Associated Extension: | 300 v \ tAdd DOD ‘ tAdd Bulk
Conferences
Inbound Routes | Save | 3§ Cancel
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5) V menu System/Firewall Rules vytvorte nové pravidlo pro IP adresu trunku. Pravidlo
slouzi k zabranéni zarazeni IP adresy trunku na blacklist.

Add Firewall Rule X

Name®: ﬁmnk_exc eption |

Desc n‘ption@:

Protocol @ |@’
Port®: |1 |:|65535 |
IP©- 78.78.78.78 | /255.256.255.255 |
MAC Address@ - | |
Action®@ |@|

LMHSave [ m"Cancel l




6) V menu Outbound Routes odstrarnte defaultni pravidla a vytvorte nova odchozi
pravidla pro volani ptes ISDN a SIP. V pfipadé, Ze budete k Ustfedné pfipojovat i
klapky (extensions), je tfeba pocitat s tim, Ze pravidla se budou pfi odchozim volani
prochazet odshora dold.

Edit Outbound Route - to_SIP X

Route Name®: |to_SIP |

Password: |  v| PIN Settings
T.38 Support@: | No M
Rrmemory Hunt@: [No v]
TimeGroups: | v
Dial Patterns &
Dial Pattern Strip Prepend

[E——] 1 | | %

+ Add | VypInéna teika

Member Extensions &
Available Extensions Selected
= 300(SIP) -
»»
«e
Member Trunks €
Available Trunks Selected
|BriTrunk 1(BRI) a testtrunk(SPS) -
BriTrunk2(BRI) »»
«u

o Save | |3 Cancel




Add Outbound Route X

Route Name®: ]tO_ISDN
Password: |  v| PIN Settings
T.38 Support@®: | No X
Rrmemory Hunt@: | No v]

Time Groups v

Dial Pattems &
Dial Pattern Strip Prepend
'. | [Stn'p | ]Prepend E(j
@‘ Vyplnéna tecka
Member Extensions &
Available Extensions Selected
& =% 300(SIP) -
L |
=)
| e« |
Member Trunks @
Available Trunks Selected
testtrunk(SPS) - : BriTrunk1(BRI) -
' || |BriTrunk2(BRI)
=
i
s

MSave ' mc:mcel ’




7) v sekci Inbound Routes smazte defaultni pravidlo a pfidejte nova pravidla pro pfichozi
hovory z ISDN a SIP

Add Inbound Route X

~General
Route Namee * iisdn_to_SlP |
DID Number © - | |
Extension @ - l
Caller 1D Number @ - | |
Distinctive Ringtone o . | |
Enable Callback : [No ¥ |  Callback Settings
~Member Trunks &
Available Trunks Selected
testtrunk(SPS) - — BriTrunk1(BRI) -
' | | |BriTrunk2(BRI)
L=z
B |
L=
fes
~Time Conditions
Time Groups | default v
Day Destination | Outbound Routes v | | Route Name - to_SIP \
Night Destination : | Outbound Routes ¥ | Route Name —to_SIP v |
~During Holidays
Holiday - | v
Destination - |End Call v v
~Fax Detection
Destination : | No Detect v \ v
E Save { m Cancel \




Add Inbound Route X

~General —
Route Name® - sip_to_ISDN |
I DID Number & - ‘ ‘ |
Extension @ - \ 1
Caller ID Number @ - | |
Distinctive Ringtone L i 1
Enable Callback :|No v | Callback Settings
~Member Trunks &
Available Trunks Selected
[BriTrunk1(BRI) o testtrunk(SPS) o
BriTrunk2(BRI) »»
€
~ Time Conditions
Time Groups : | default v|
Day Destination Outbound Routes ¥ | | Route Name - to_ISDN v |
Night Destination : | Outbound Routes ¥ | | Route Name - to_ISDN v |
~During Holidays -
Holiday : v
Destination : En?! (fall v | v
~Fax Detection
Destination : No Detect v \ v

o Save x Cancel

Po ulozZeni (,,Save”) kliknéte na oranzové tlacitko ,, Apply Changes”.

Nezapomerite také nastavit spravny ¢as (System/Date and Time), nastavit hesla
(System/Password Settings) a pfip. dalsi parametry.

Je nutné také zkontrolovat status vsech trunkt (ISDN+SIP). Pokud neni OK, je tfeba
zkontrolovat fyzické zapojeni kabell, pfip. parametry trunki.



